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SUBROUTINE CUBE (ZWORK, M)

THIS SUBRTN DOES CUBIC FIT TO 4 POCINTS

5,327,141

IN REAL AND IMAG SPACE SEPARETELY, AND SUBTRACTS

FITTED CURVES FROM INPUT DATA AND REPLACES

ORIGINAL COMPLEX VECTOR WITH THE COMPLEX RESIDUE.

IMPLICIT REAL (K)

COMPLEX 2WORK (*), Y¥Y,X0,K1,K2,K3
CUBIC CORRECTION FACTORS, ETC.

COMMON /KSTORE/ KCOF1l, KCOF2, KCOF3, KCOF4,
KC1F1l, KC1F2, KC1F3, KClFf4,
KC2F1, KC2F2, KC2F3, KC2F4,
KC3Fl, KC3F2, KC3F3, KC3F4,
NCS1, NCS2, NCS3, NCs4,

++++

IF ( IKFLAG +NE+ 1 ) THEN

IKFLAG

COMPUTE COEFFICIENTS FOR THIS RUN

IKFLAG = 1
NT=M/3
NCS1=1
NCS2=1-NT
NCS3=M-NT
NCS4=M
A=045*(M-1)
B=0+5* (M-2*NT-1)
RAB=0+5/(A**2-B**2)

KCOF1 = RAB * (0+-B**2)
KCOF2 = RAB * { A**2)
KCOF3 = RAB * ( A**2)
XKCOF4 = RAB * (0+=B**2)

RABB = RAB/{A*B)

KC1Fl = RABB * ( B**3)
KClF2 = RABB * (0+-A%**3)
KC1F3 = RABB * ( A**3)
KC1lF4 = RABB * (0+=-B**3)
KC2F1 = KC2F4 = RAB
KC2F2 = KRC2F3 = 0+-RAB
KC3Fl1 = RABB * (0+-B)
KC3F2 = RABB * {( A)
KC3F3 = RABB * (0+-3)
KC3F4 = RABB * ( B)

END CUBIC FACTORS GENERATION

END IF

CUBIC DWELL COEFF GENERATION
KO=KCOF1*ZWORK(NCS1)+KCOF2*ZWORK(NCS2)

+ +KCOF3*ZWORK({NCS3)+KCOF4*ZWORK(NCS4)
K1=KC1F1*2ZWORK(NCS1)+KC1F2*ZWORK(NCS2)

+ +KC1F3*2ZWORK(NCS3)+KC1F4*2ZWORK(NCS4)
K2=KC2F1*ZWORK (NCS1)+KC2F2*ZWORK({NCS2)

+ +KC2F3*ZWORK (NCS3)+KC2F4*ZWORK(NCS4)
K3=KC3F1*2WORK(NCS1)+KC3F2*ZWORK(NCS2)

+ +KC3F3*ZWORK(NCS3)+KC3F4*2ZWORK(NCS4)

DO 1500 I=1, M
X=I-0+5*(M+1)
Y=KO+X* (K1+X* (K2+X*K3))
ZWORK{I)=ZWORK(I)-Y
CONTINUE

RETURN
END

FIG. 4
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CLUTTER REMOVAL BY POLYNOMIAL
COMPENSATION

BACKGROUND OF THE INVENTION

The present invention relates generally to radar re-
ceivers, and more particularly to a method and appara-
tus for distinguishing between signals received from a
desired target and those received from unwanted clut-
ter.

It is well known that radars operate by transmitting a
signal at a radio frequency (hereinafter referred to as the
transmitted signal). The transmitted signal is reflected
by a target and returned as a received signal. A received
signal returned by a target moving radially with respect
to the radar transmitter has a frequency different from
that of the transmitted signal. The difference between
the frequency of the transmitted signal and the received
signal, known as the Doppler shift frequency, may be
used to determine the range rate between the target and
the transmitter. If several targets having different range
rates are illuminated by the transmitted signal, the re-
sulting received signals returned by each target are
distributed within a band of Doppler shift frequencies.
The location of the received signal returned by each
target within the Doppler frequency band is thus a
function of the range rate of the associated target. If the
range rate of a particular desired target is greater (or
less) than the range rate of certain other undesired tar-
gets, filtering techniques may be used to separate the
received signal returned from the particular desired
target from the received signals returned from unde-
sired targets.

A problem occurs when the Doppler frequency of a
desired target is close to the undesired target’s Doppler
frequency. This is particularly troublesome when the
undesired targets include ground clutter, as received
signals returned from ground clutter are often much
more powerful than received signals returned from
desired targets. In radars using a transmitted signal of
the continuous wave (CW) type, one way to improve
operation has been to use a bandpass filter with a pass-
band including the expected Doppler frequency of a
desired target and stopband which includes the ex-
pected Doppler frequency of the clutter. Sometimes
both conditions cannot be met simultaneously. This
may occur when detectability of hovering or low radial
velocity objects such as helicopters is important. I
digitally implemented, such bandpass filters often re-
quire the use of weighting having extremely low side
lobes, such as the Blackman-Harris weighting described
in Harris, F., “On the Use of Windows For Harmonic
Analysis With a Discrete Fourier Transform”, in Pro-
ceedings of the IEEE, vol. 66, No. 1, Januvary 1978. The
use of such weighting reduces sensitivity because the
main lobe of the filter’s frequency response becomes
wider, and because a 3 db processing loss is introduced.

For radars using a pulsed transmitted signal, an addi-
tional disadvantage exists if the bandpass filter tech-
nique is used. Because such a filter normally has a rela-
tively narrow bandwidth to effect the desired discrimi-
nation between desired and undesired signals, its tem-
poral response wiil be longer than the duration of any
return signal. This in turn has a negative effect on range
resolution and detectability of targets at short range.
One prior solution to this problem has been to use range
gates to quantize the return signal into range intervals.
U.S. Pat. No. 3,706,095 to Cherwek is an example of
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2

such a system where the return signal is first range
gated before being fed to a bandpass filter. If range gates
are used, they normally must be applied after detecting
the pulsed transmitted signal, because clutter created at
the harmonics of the code or pulse repetition interval
will not otherwise be removed.

It is also known that improved performance can be
achieved by using an adaptive filter to center the clutter
stopband at the average clutter Doppler frequency
within selected range cells. See for example U.S. Pat.
No. 3,742,500 to N. Freedman and U.S. Pat. No.
3,987,442 to McLeod, Jr. The use of such adaptive
filters requires an attendant increase in design complex-
ity and cost.

SUMMARY OF THE INVENTION

With the foregoing background of the invention in
mind, it is a general object of the present invention to
improve the detectability of small desired targets in the
presence of powerful ground clutter in CW or coded
CW radar systems.

A further object of the present invention is to allow
the use of lower loss yet higher side lobe weighting
functions to improve detectability of small targets.

Yet another object is to reduce the power of un-
wanted clutter signals relative to desired target signals,
thereby allowing a red action in the number of bits
required in an accompanying digital signal processor.

A still further object is to accomplish the above with-
out the disadvantages of bandpass filters and adaptive
pulse cancellets.

Briefly, the foregoing and other objects are accom-
plished by providing samples of a received signal at a
sampling rate sufficient to validly sample components
of the received signal in a clutter Doppler frequency
band, but lower than a sampling rate sufficient to val-
idly sample components of the received signal in a tar-
get Doppler frequency band. A’ signal substantially
equal to the values of a polynomial fit to a subset of the
received signal samples is generated, to provide an ap-
proximation of the components of the received signal in
the clutter Doppler frequency band. A subtractor con-
nected to the received signal and the approximation
provides an estimate of the components of the received
signal in the desired target Doppler band. In a preferred
embodiment, a cubic polynomial approximation has
been found to work well. The cubic approxiniation is
preferably calculated by solving a set of four simulta-
neous equations.

BRIEF DESCRIPTION OF THE DRAWINGS

The foregoing and other objects, advantages and
novel features of the present invention will become
apparent from the following detailed description when
considered together with the accompanying drawings,
in which:

FIG. 1 is a block diagram of a radar system incorpo-
rating the present invention; )

FIG. 2 is a more detailed block diagram of a clutter
compensator used in the system of FIG. 1;

FIGS. 3A-3E represent signals typically present at
the points A through E of FIGS. 1 and 2;

FIG. 4 is a listing of an exemplary computer program
that can be used to implement the present invention in 2
microprocessor system; and

FIGS. 5A-5C show an effect of using the clutter
compensator of FIG. 2.
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DETAILED DESCRIPTION OF THE
PREFERRED EMBODIMENTS

Referring now to the drawings, in which like refer-
ence characters designate like or corresponding parts or
signals throughout the several views, there is shown in
FIG. 1 a block diagram of a radar system comprising a
transmitter 10, timing and control circuit 12, transmit-
ting antenna 14, receiving antenna 20, receiver 24, ana-
log-to-digital (A/D) converter 26, a clutter compensa-
tor 32 according to the present invention and signal
processor 36. The system of FIG. 1 represents a phase
coded continuous wave (CW) radar system, although it
is to be understood that the present invention may be
adapted for use in other systems such as uncoded CW or
pulsed radars.

Timing and control circuit 12 provides reference
signals 13a-13e to drive the various components of the
radar system in synchronism. In a conventional manner,
transmitter 10 uses at least one reference signal 13a to
provide a phase modulated radio frequency (RF) trans-
mitted signal 11. Transmitted signal 11 is then fed to
transmitting antenna 14. Transmitting antenna 14 is
preferably of the rotating type which scans all or part of
the horizon. As transmitting antenna 14 scans the hori-
zon, a received signal 19 is reflected by objects within
the operating range of the radar system, the objects
including, for example, both a desired moving target 18
shown as an aircraft and undesired ground clutter 16
such as trees or other stationary objects. Received sig-
nal 19 is then received by receiving antenna 20. It is to
be understood that while transmitting antenna 14 and
receiving antenna 20 are shown separately, a single
antenna may be alternatively used. In conventional
fashion, receiver 24 heterodynes the output from re-
ceiving antenna 20 with at least one reference signal,
135, to produce a received signal A. A/D converter 26
in turn produces discrete time samples of received sig-
nal A, as a sampled received signal B. In accordance
with the present invention, clutter compensator 32 then
removes components of the sampled received signal B
due to clutter 16 providing a clutter compensated signal
E. Clutter compensated signal E is in turn fed to signal
processor 36, for performing additional analysis such as
a discrete Fourier transform to determine Doppler fre-
quencies and other information of interest.

Referring now to FIG. 2, there is shown A/D con-
verter 26 and in greater detail a block diagram of a
preferred embodiment of clutter compensator 32. In
accordance with the present invention, clutter compen-
sator 32 comprises sample selector 44, coefficient calcu-
lator 46, polynomial generator 48, delay buffer 50 and
subtractor 52.

Before proceeding to a discussion of the details of
operation of clutter compensator 32, it is instructive to
consider a typical received signal A at the input of A/D
converter 26. A portion of such a typical received signal
A is shown in FIG. 3A. The horizontal axis is time and
the vertical axis is magnitude. Shown is a single enve-
lope portion 56 of received signal A; however, it should
be understood that received signal A comprises many
such portions created as transmitting antenna 14 (of
FIG. 1) repeatedly scans past target 18 and/or clutter
16. The shape of the envelope 56 is primarily deter-
mined by scan modulation imparted by the beam of
transmitting antenna 14 and receiving antenna 20 as
they rotate. Because target 18 is moving, received signal
A contains modulation at the Doppler frequency of
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target 18 (not shown). Radar signals such as received
signal A are often characterized by their dwell period,
defined as the time difference between the two half-
power or —3 db points of the envelope 56. This mea-
surement indicates how long the radar system is Jooking
at, or dwelling on, a particular target. In FIG. 3A, this
dwell period is indicated as tq. In practice, however,
many radar systems divide their processing time into
periods smaller than tg, often called mini-dwell periods.
The mini-dwell time period is denoted as t,; in FIGS.
3A through 3E. The midpoint of the mini-dwell is la-
beled t=0 for convenience in the following discussion.
It should be understood, however, that envelope 56
may occur at any time, and have any position relative to
the center of a particular mini-dwell period.

Turning attention back to FIG. 2, A/D converter 26
provides discrete time samples of received signal A.

‘Thus, A/D converter 26 provides at its output a sam-

pled received signal B. As shown in FIG. 3B, this sam-
pled received signal comprises an integral number of
samples, M, taken during each mini-dwell period. In the
preferred embodiment, the mini-dwell period is set to
approximately one-half the dwell period. The M sam-
ples are taken at a rate equal to or greater than the
minimum necessary sampling frequency, as defined by
the well known Nyquist criterion, i.e., two times the
maximum expected frequency component of received
signal A.

The M samples taken during each mini-dwell period .
are then processed by clutter compensator 32 together,
but separately from the M samples taken during the
prior or following mini-dwell period. Returning atten-
tion to FIG. 2, it can be seen that sampled received
signal B output from A/D converter 26 is fed to both
sample selector 44 and delay buffer 50. Buffer 50 serves
to store sampled received signal B, if necessary, during
the operation of sample selector 44, coefficient calcula-
tor 46 and polynomial generator 48. Sample selector 44
then proceeds to select a discrete number, N, where N
is less than M, samples of sampled received signal B.
The exact number of samples taken depends upon the
shape of the envelope 56, the order of polynomial fit
found to model the envelope 56 accurately enough, and
the relative target, clutter, and noise power ratios.
These N samples are preferably selected so as to be
evenly spaced in time during each mini-dwell period,
with their spacing being (N—1) divided by tp,.

It has been found that envelope 56 can be accurately
modeled by a cubic polynomial equation. Thus, in the
preferred embodiment sample selector 44 selects four
(one more than the order of the cubic polynomial to be
fit) samples of sampled received signal B evenly spaced
across the mini-dwell period, tm, thereby producing
selected signal C. As shown in FIG. 3C, selected signal
C comprises four samples taken with spacing 2 u, where
u=1tg/6. The four samples taken at times —3 u,—u, u,
and 3 u have magnitudes y _3y, Y—u Yu, and y3,, respec-
tively. Those of skill in the art will recognize that this
reduced number of samples, N, taken during the mini-
dwell period results in undersampling or aliasing of
received signal B: While this normally has a detrimental
effect on the quality of subsequent signal processing, as
frequency components above one-half the sampling
frequency are redistributed below one-half the sampling
frequency, in the embodiment presently being de-
scribed, it is preferred that such undersampling indeed
occur at the output of sample selector 44. The reason
for this is that Doppler frequency components of re-
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ceived signal B returned from desired target 18 are
much smaller in magnitude than the Doppler frequency
components returned from clutter 16. So, while this
undersampling causes target frequency components to
be redistributed into the range where clutter frequency
components are thereby distorting the clutter estimate
somewhat, this distortion is minimal. Thus, it has been
discovered that a sufficient estimate of the clutter fre-
quency components is obtained by sampling at a rate
lower than the lowest expected target frequency com-
ponent. The number N is thus chosen so that the effec-
tive sampling rate N/t,, of aliased received signal C is at
least twice the highest expected Doppler frequency
component of clutter 16, while being less than twice the
lowest expected Doppler frequency component of de-
sired target 18.

As shown in FIG. 2, selected signal Cisin turn fed to
coefficient calculator 46, for determining the coeffici-
ents of a polynomial that fits the samples selected by
sample selector 44. This polynomial is graphically illus-
trated in FIG. 3C by curve 58. In the case of the pre-
ferred embodiment, coefficient calculator 46 finds the
four coefficients ks, ki, k1, kothat solve a system of four
equations in four unknowns defined by the four known
points on curve 58:

ka(— 3u)3 +ko(— 3u)2 + ky(—3u) +ko=y—_3p
k3(—uP +ka(~ ) +ki(—u)+ko=y—y
k3(w) +ko(u)? + k(W) +ko=vyu

K3(3u)° +k2(3u)230 k1(3u)+ko=Y3u

Returning attention to FIG. 2, it is seen that coeffici-
ents k3, ka, k1, and ko, once calculated, are then input to
polynomial generator 48 for solving these equations at
the M values of t between —t,,/2 and —+t,/2 where
samples were taken by sampler 26. The output of poly-
nomial generator 48, clutter estimate signal D, thus
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appears as in FIG. 3D, which represents the M values of 49

the polynomial fit to selected signal C.

Finally, clutter estimate signal D is fed to subtractor
52 which also receives the output 51 of delay buffer 50.
As previously mentioned, the output 51 of buffer 50 is a
delayed version of sampled received signal B. The out-
put of subtractor 52 is clutter compensated signal E,
which represents the difference between signals B and
D. For example, if sampled received signal B contained
components due to reflections from both a single de-
sired target 18 and clutter 16, clutter compensated sig-
nal E appears as shown in FIG. 3E as a sine wave at the
Doppler frequency of the single desired target 18.

In one preferred embodiment, clutter compensator 32
is implemented in a conventional computer system pro-
grammed to perform the operations of sample selector
44, coefficient calculator 46, polynomial generator 48,
delay buffer 50 and subtractor 52. An exemplary FOR-
TRAN subroutine performing these operations appears
in FIG. 4. Before this subroutine is executed, M samples
of received signal B are input to the computer from
A/D converter 26 and stored in memory locations ad-
dressable by the variable ZWORK.. Some of the opera-
tions of sample selector 44 and coefficient calculator 46
are carried out in lines 139-165. More particularly, as
these operations depend on the number of samples, M,
in a mini-dwell period and the sample spacing selected,
they need only be carried out once for a particular radar
system configuration. Thus, if the clutter compensator
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32 is to be used with only one radar system, these opera-
tions may be performed off-line .and the results stored
as constants in a non-volatile Read-Only Memory por-
tion of the computer system. Lines 171-178 of the pro-
gram in FIG. 4 perform the remaining functions of
sample selector 44 and coefficient calculator 46 by cal-
culating the coefficients ko, ki, k2 and k3. These coeffici-
ent calculating steps use the constants calculated in lines
138-165. The DO loop at lines 179-183 performs the
remaining operations of polynomial generator 48, delay
buffer 50 and subtractor 52. Polynomial generator 48 is
implemented by executing lines 180 and 181 for each
one of the M samples of sampled received signal B. The
value of the current sample of clutter estimate signal D
is then temporarily stored in variable Y. Delay buffer 50
is implemented by calculating variable Y before per-
forming the operation of subtractor 52, as in line 182.

An example of the advantages obtainable by using the
clutter compensator of the present invention is shown in
FIGS. 5A, 5B and 5C. FIG. 5A is a plot of the discrete
Fourier transform (DFT) of another sampled received
signal B available at the cutput of A/D converter 26 of
FIG. 2. In particular, FIG. 5A shows a signal having a
clutter component 80a approximately 85 db above the
power of moving target component 82a with a normal-
ized Doppler frequency of approximately 86. The aver-
age noise components are approximately 4 db below the
power of the moving target component 82A, as indi-
cated by numera! 84a. The DFT of FIG. 5A was calcu-
lated using 20 bit arithmetic accuracy. FIG. 5B is a plot
of the same sampled echo signal, with the only differ- -
ence being that the DFT was calculated using 16 bit
arithmetic. In this instance, the moving target compo-
nent 824 is approximately the same magnitude as noise
components 84b. A detection threshold would have to
be set at some level higher than —88 db and target
discrimination capability has been lost.

However, if the sampled received signal B is first
input to clutter compensator 32, different results are
obtained. In FIG. 5C is shown the DFT of clutter com-
pensated signal E. For this FIGURE, clutter compensa-
tor 32 used the preferred cubic polynomial to fit the
sampled echo signal. The arithmetic in clutter compen-
sator 32 and the DFT was performed with an accuracy
of 16 bits. As is evident, the relative power of clutter
component 80c to target component 82c has been re-
duced significantly, so that the digital words comprising
clutter compensated signal E can be scaled (in this in-
stance by a factor of 2¢ or equivalently a 6 bit left shift
of each word). The 16 bit DFT is now sufficient to
allow discrimination between moving target compo-
nent 82¢ and noise component 84¢, by placing a thresh-
old at approximately —70 db.

‘While various embodiments of the present invention
have been shown and described above, it will be obvi-
ous to those of skill in the art that many adaptations may
be made without departing from the spirit of the inven-
tive concepts disclosed. For example, the invention may
be embodied in a radar system which makes use of
in-phase and quadrature detection. In this embodiment,
a clutter compensator 32 would be used for each of the
in-phase and quadrature detected channels. Coefficient
calculator 46 might determine the values of coefficients
ko, ki, . . . k; by any one of a number of least mean
square error minimization techniques. Alternatively,
A/D converter 26 may be embodied as a sample and
hold circuit which produces a series of analog voltages,
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and the operations of clutter compensator 32 may be
performed by analog devices such as sample and hold
circuits, operational amplifiers, delay lines and charge
coupled devices.

Thus, because other advantages and modifications of
the present invention may be possible and evident to
those skilled in the art, it should be understood the
present invention is limited only by the scope of the
claims that follow.

What is claimed is:

1. A radar receiver wherein reflections from unde-
sired clutter and desired moving targets are returned as
a'received signal, and wherein the received signal is fed
to signal sampling means for providing a plurality, M, of
received signal samples during a time interval, compris-
ing:

(a) first means for selecting a subset of N samples,
where N is less than M, of the M echo signal sam-
ples;

(b) second means, connected to receive the subset of
N samples, for generating a set of coefficients of a
polynomial to fit the N samples;

(c) third means, connected to receive the set of poly-
nomial coefficients, for generating M polynomial
samples; and

(d) subtraction means, connected to receive the M
received signal samples and the M polynomial sam-
ples, for generating a compensated signal repre-
senting the received signal with reflections from
the undesired clutter removed.

2. Apparatus as in claim 1 wherein said first means
comprises means for selecting N samples substantially
equally spaced within the time interval.

3. Apparatus as in clajm 1 wheréin the signal sam-
pling means comprises means for providing the M echo
signal samples substantially equally spaced within the
time interval.

4. Apparatus as in claim 1 wherein said third means
comprises means for generating the M polynomfal sam-
ples spaced substantially equally within the time inter-
val.

5. Apparatus as in claim 1 wherein said second means
comprises means for generating a set of coefficients to
fit a cubic polynomial.

6. Apparatus as in claim 1 and additionally compris-
ing:

(e) fourth means, connected to receive the M echo
signal samples and operably connected to the sub-
tractor, for providing delayed echo signal samples
to the subtractor.

7. A radar receiver arranged to receive a received

signal, the received signal comprising components in a
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desired target Doppler frequency band and components
in a clutter Doppler frequency band, comprising:

(2) sampling means, fed by the received signal and
operating at a predetermined sampling rate, the
sampling rate sufficient to validly sample the com-
ponents in the clutter band but less than a rate
sufficient to validly sample a lowest frequency in
the desired target band, for periodically generating
a set of selected samples;

(b) signal generator means, connected to receive the
set of selected samples, for generating a clutter
estimate signal substantially equal to the values of a
polynomial fit through the set of selected 'samples;
and

(c) comparing means, connected to receive the re-
ceived signal and the clutter estimate signal, for
providing an estimate of the received signal com-
ponents in the desired target Doppler frequency
range.

8. Apparatus as in claim 7 and further comprising:

(d) delay means, connected to receive the received
signal and operably connected to the subtractor,
for delaying the received signal during the opera-
tion of said means for sampling and said signal
generator means.

9. A method for removing undesired components in a
clutter Doppler frequency band from a received signal
received by a radar receiver, the received signal com-
prising components in the clutter Doppler frequency.
band and components in a desired target Doppler fre-
quency band, comprising the steps of:

(a) sampling the received signal at a predetermined
sampling rate to periodically provide a set of se-
lected samples, the sampling rate sufficient to cause
the components in the clutter frequency band to be
validly sampled and the components in the desired
target frequency band to be distributed into the
clutter frequency band;

(b) generating a clutter estimate signal from each set
of selected samples, the clutter estimate signal sub-
stantially equal to the values of a polynomial fit
through the selected samples; and

(c) subtracting the received signal and the clutter
estimate signal, to periodically provide an output
signal indicative of the components of the echo
signal in the desired target Doppler frequency
range.

10. The method of claim 9 and additionally compris-

ing, before step ( c), the step of:

storing the received signal during said sampling and

said generating steps.
* * * * *



